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Normalization and Discriminative Training Methods

Kumar, Kshitiz / Liu, Chaojun / Gong, Yifan: "Normalization of ASR confidence
classifier scores via confidence mapping", 1199-1203.

Alumae, Tanel: "Neural network phone duration model for speech recognition",
1204-1208.

Sak, Hasim / Vinyals, Oriol / Heigold, Georg / Senior, Andrew / McDermott, Erik /
Monga, Rajat / Mao, Mark: "Sequence discriminative distributed training of long
short-term memory recurrent neural networks", 1209-1213.

Huang, Zhen / Li, Jinyu / Weng, Chao / Lee, Chin-Hui: "Beyond cross-entropy:
towards better frame-level objective functions for deep neural network training in
automatic speech recognition", 1214-1218.

Tang, Hao / Gimpel, Kevin / Livescu, Karen: "A comparison of training
approaches for discriminative segmental models", 1219-1223.

McDermott, Erik / Heigold, Georg / Moreno, Pedro J. / Senior, Andrew /
Bacchiani, Michiel: "Asynchronous stochastic optimization for sequence training
of deep neural networks: towards big data", 1224-1228.

Paralinguistic and Extralinguistic Information

Rao, Hrishikesh / Kim, Jonathan C. / Clements, Mark A. / Rozga, Agata /
Messinger, Daniel S.: "Detection of children's paralinquistic events in interaction
with caregivers", 1229-1233.

Pettorino, Massimo / Pellegrino, Elisa: "Age and rhythmic variations: a study on
Italian", 1234-1237.

Cummins, Nicholas / Sethu, Vidhyasaharan / Epps, Julien / Krajewski, Jarek:
"Probabilistic acoustic volume analysis for speech affected by depression", 1238-
1242.




Bozkurt, Elif / Toledo-Ronen, Orith / Sorin, Alexander / Hoory, Ron: "Exploring
modulation spectrum features for speech-based depression level classification",
1243-1247.

Honig, Florian / Batliner, Anton / Noth, Elmar / Schnieder, Sebastian / Krajewski,
Jarek: "Automatic modelling of depressed speech: relevant features and
relevance of gender", 1248-1252.

Gangamohan, P. / Kadiri, Sudarsana Reddy / Gangashetty, Suryakanth V. /
Yegnanarayana, B.: "Excitation source features for discrimination of anger and
happy emotions", 1253-1257.

Text Processing for Speech Synthesis

Wu, Ke / Allauzen, Cyril / Hall, Keith / Riley, Michael / Roark, Brian: "Encoding
linear models as weighted finite-state transducers", 1258-1262.

Kubo, Keigo / Sakti, Sakriani / Neubig, Graham / Toda, Tomoki / Nakamura,
Satoshi: "Structured soft margin confidence weighted learning for grapheme-to-
phoneme conversion", 1263-1267.

Zhang, Wei / Clark, Robert A. J. / Wang, Yongyuan: "Unsupervised language
filtering using the latent dirichlet allocation", 1268-1272.

Kolluru, BalaKrishna / Wan, Vincent / Latorre, Javier / Yanagisawa, Kayoko /
Gales, Mark J. F.: "Generating multiple-accent pronunciations for TTS using joint
sequence model interpolation", 1273-1277.

Mendonca, Gustavo / Aluisio, Sandra: "Using a hybrid approach to build a
pronunciation dictionary for Brazilian Portuguese", 1278-1282.

Avylett, Matthew P. / Dall, Rasmus / Ghoshal, Arnab / Henter, Gustav Eje / Merritt,

Thomas: "A flexible front-end for HTS", 1283-1287.

Cross-language Perception and Production

Tsukada, Kimiko / Cox, Felicity / Hajek, John: "Cross-language perception of
Japanese singleton and geminate consonants: preliminary data from non-native
learners of Japanese and native speakers of Italian and australian English",
1288-1292.

Alispahic, Samra / Escudero, Paola / Mulak, Karen E.: "Difficulty in discriminating
non-native vowels: are Dutch vowels easier for australian English than Spanish
listeners?", 1293-1296.




Yang, Jing / Fox, Robert Allen: "Acoustic properties of shared vowels in bilingual
Mandarin-English children", 1297-1301.

Lecumberri, Maria Luisa Garcia / Barra-Chicote, Roberto / Ramén, Rubén Pérez
/ Yamagishi, Junichi / Cooke, Martin: "Generating segmental foreign accent",
1302-1306.

Andreeva, Bistra / Demenko, Grazyna / Mobius, Bernd / Zimmerer, Frank / Jugler,
Jeanin / Oleskowicz-Popiel, Magdalena: "Differences of pitch profiles in
Germanic and slavic lanquages", 1307-1311.

Avanzi, Mathieu / Bordal, Guri / Nimbona, Gélase: "The obligatory contour
principle in african and European varieties of French", 1312-1316.

Text-Dependent Speaker Verification With Short Utterances
(Special

Scheffer, Nicolas / Lei, Yun: "Content matching for short duration speaker
recognition", 1317-1321.

Larcher, Anthony / Lee, Kong Aik / Martinez, Pablo L. Sordo / Nguyen, Trung
Hieu / Ma, Bin / Li, Haizhou: "Extended RSR2015 for text-dependent speaker
verification over VHF channel", 1322-1326.

Fu, Tianfan / Qian, Yanmin / Liu, Yuan / Yu, Kai: "Tandem deep features for text-
dependent speaker verification", 1327-1331.

Kenny, Patrick / Stafylakis, Themos / Alam, M. J. / Ouellet, Pierre / Kockmann,
Marcel: "In-domain versus out-of-domain training for text-dependent JFA", 1332-
1336.

Aronowitz, Hagai / Rendel, Asaf: "Domain adaptation for text dependent speaker
verification", 1337-1341.

Miguel, Antonio / Villalba, Jesus / Ortega, Alfonso / Lleida, Eduardo / Vaqguero,
Carlos: "Factor analysis with sampling methods for text dependent speaker
recognition", 1342-1346.

Speech and Audio Analysis

Berg, Ewout van den / Ramabhadran, Bhuvana: "Dictionary-based pitch tracking
with dynamic programming", 1347-1351.

Hu, Hongbing / Zahorian, Stephen A. / Guzewich, Peter / Wu, Jiang: "Acoustic
features for robust classification of Mandarin tones", 1352-1356.




Karlsson, Anastasia / Lundstrom, Hakan / Svantesson, Jan-Olof: "Preservation of
lexical tones in singing in a tone language", 1357-1360.

Yakoumaki, Theodora / Kafentzis, George P. / Stylianou, Yannis: "Emotional
speech classification using adaptive sinusoidal modelling", 1361-1365.

Wang, Shengbei / Unoki, Masashi / Kim, Nam Soo: "Formant enhancement
based speech watermarking for tampering detection", 1366-1370.

Barker, Tom / Van hamme, Hugo / Virtanen, Tuomas: "Modelling primitive
streaming of simple tone sequences through factorisation of modulation pattern
tensors", 1371-1375.

Sarma, Biswajit Dev / Prasanna, S. R. M.: "Detection of vowel onset points in
voiced aspirated sounds of indian languages", 1376-1380.

Sasou, Akira: "Accuracy evaluation of esophageal voice analysis based on
automatic topology generated-voicing source HMM", 1381-1385.

Zhang, Xuejun / Xie, Xiang: "Audio watermarking based on multiple echoes
hiding for FM radio", 1386-1390.

Cross-Lingual and Adaptive Language Modeling

Motlicek, Petr / Imsenqg, David / Cernak, Milos / Kim, Namhoon: "Development of
bilingual ASR system for MediaParl corpus", 1391-1394.

Li, Jie / Zheng, Rong / Xu, Bo: "Investigation of cross-linqual bottleneck features
in hybrid ASR systems", 1395-1399.

Giwa, Oluwapelumi / Davel, Marelie H.: "Language identification of individual
words with joint sequence models", 1400-1404.

Anguera, Xavier / Luque, Jordi / Gracia, Ciro: "Audio-to-text alignment for speech
recognition with very limited resources", 1405-1409.

Ngo, Hoang Gia / Chen, Nancy F. / Sivadas, Sunil / Ma, Bin / Li, Haizhou: "A
minimal-resource transliteration framework for viethamese", 1410-1414.

Adel, Heike / Telaar, Dominic / Vu, Ngoc Thang / Kirchhoff, Katrin / Schultz,
Tanja: "Combining recurrent neural networks and factored language models
during decoding of code-Switching speech", 1415-1419.

Tiske, Zoltan / Golik, Pavel / Nolden, David / Schliter, Ralf / Ney, Hermann:
"Data augmentation, feature combination, and multilingual neural networks to
improve ASR and KWS performance for low-resource languages", 1420-1424.




Masumura, Ryo / Asami, Taichi / Oba, Takanobu / Masataki, Hirokazu / Sakauchi,

Sumitaka: "Mixture of latent words language models for domain adaptation",
1425-1429.

Herms, Robert / Ritter, Marc / Wilhelm-Stein, Thomas / Eibl, Maximilian:
"Improving spoken document retrieval by unsupervised lanquage model
adaptation using utterance-based web search", 1430-1433.

Chien, Jen-Tzung / Chang, Ying-Lan: "The nested indian buffet process for
flexible topic modeling", 1434-1437.

Levin, K. / Ponomareva, |. / Bulusheva, A. / Chernykh, G. / Medennikov, I. /
Merkin, N. / Prudnikov, A. / Tomashenko, Natalia: "Automated closed captioning
for Russian live broadcasting", 1438-1442.

Pronunciation Modeling and Learning

Wangq, Lei / Tong, Rong: "Pronunciation modeling of foreign words for Mandarin
ASR by considering the effect of language transfer", 1443-1447.

Rutherford, Attapol T. / Peng, Fuchun / Beaufays, Francoise: "Pronunciation
learning for named-entities through crowd-sourcing", 1448-1452.

Schuppler, Barbara / Adda-Decker, Martine / Morales-Cordovilla, Juan A.:
"Pronunciation variation in read and conversational austrian German", 1453-1457.

Lehr, Maider / Gorman, Kyle / Shafran, Izhak: "Discriminative pronunciation
modeling for dialectal speech recognition", 1458-1462.

Pellegrini, Thomas / Fontan, Lionel / Mauclair, Julie / Farinas, Jérdme / Robert,
Marina: "The goodness of pronunciation algorithm applied to disordered speech",
1463-1467.

Metallinou, Angeliki / Cheng, Jian: "Using deep neural networks to improve
proficiency assessment for children English lanquage learners", 1468-1472.

Lu, Han / Shen, Sheng-syun / Shiang, Sz-Rung / Lee, Hung-vi / Lee, Lin-shan:
"Alignment of spoken utterances with slide content for easier learning with
recorded lectures using structured support vector machine (SVM)", 1473-1477.

Duan, Richeng / Zhang, Jinsong / Cao, Wen / Xie, Yanlu: "A preliminary study on
ASR-based detection of Chinese mispronunciation by Japanese learners", 1478-
1481.
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Xu, Kele / Yang, Yin / Jaumard-Hakoun, A. / Adda-Decker, Martine / Amelot, A. /
Kork, S. K. Al / Crevier-Buchman, L. / Chawah, P. / Dreyfus, G. / Fux, T. / Pillot-
Loiseau, C. / Roussel, P. / Stone, M. / Denby, B.: "3d tonque motion visualization
based on ultrasound image sequences", 1482-1483.

Derrick, Donald / Rybel, Tom De / O'Beirne, Greg A. / Hay, Jennifer: "Listen with
your skin: aerotak speech perception enhancement system", 1484-1485.

Czap, Laszl6: "Speech assistant system", 1486-1487.

Banchs, Rafael E. / Kim, Seokhwan: "Spoken dialogue system for restaurant
recommendation and reservation", 1488-1489.

Akira, Hayakawa / Campbell, Nick / Luz, Saturnino: "Interlingual map task corpus
collection", 1490-1491.

Centelles, Jordi / Costa-jussa, Marta R. / Banchs, Rafael E.: "A client mobile
application for Chinese-Spanish statistical machine translation", 1492-1493.

Benin, Alberto / Cosi, Piero / Leone, Giuseppe Riccardo / Paci, Giulio:
"LuciawebGL: a new WebGL-Based talking head", 1494-1495.

Naderi, Babak / Polzehl, Tim / Beyer, André / Pilz, Tibor / Moller, Sebastian:
"Crowdee: mobile crowdsourcing micro-task platform for celebrating the diversity
of lanquages", 1496-1497.

Moore, Roger K.: "On the use of the "pure data' programming language for
teaching and public outreach in speech processing", 1498-1499.

Dubinsky, Aleksandr: "Syncwords: a platform for semi-automated closed
captioning and subtitles", 1500-1501.

Clark, Robert A. J.: "Simple*all", 1502-1503.

Chawah, P. / Kork, S. K. Al / Fux, T. / Adda-Decker, Martine / Amelot, A. /
Audibert, N. / Denby, B. / Dreyfus, G. / Jaumard-Hakoun, A. / Pillot-Loiseau, C. /
Roussel, P. / Stone, M. / Xu, Kele / Crevier-Buchman, L.: "An educational
platform to capture, visualize and analyze rare singing", 2128-2129.

Jeon, Kwang Myung / Chun, Chan Jun / Seong, Woo Kyeong / Kim, Hong Kook /
Choi, Myung Kyu: "Single-channel speech enhancement based on non-negative
matrix factorization and online noise adaptation", 2130-2131.

Maurer, Dieter / Mok, Pegqy / Friedrichs, Daniel / Dellwo, Volker: "Intelligibility of
high-pitched vowel sounds in the singing and speaking of a female Cantonese
opera singer", 2132-2133.




Mowlaee, Pejman / Watanabe, Mario Kaoru / Saeidi, Rahim: "lterative refinement
of amplitude and phase in single-channel speech enhancement", 2134-2135.

Roekhaut, Sophie / Brognaux, Sandrine / Beaufort, Richard / Dutoit, Thierry:
"elite-HTS: a NLP tool for French HMM-based speech synthesis", 2136-2137.

Niculescu, Andreea |. / Banchs, Rafael E. / Jiang, Ridong / Kim, Seokhwan / Yeo,
Kheng Hui / Niswar, Arthur: "SARA — singapore's automated responsive
assistant for the touristic domain", 2138-2139.

Plummer, Andrew / Riebling, Eric / Kumar, Anuj / Metze, Florian / Fosler-Lussier,
Eric / Bates, Rebecca: "The speech recognition virtual kitchen: launch party",
2140-2141.

Marek-Spartz, Kyle / Knoll, Benjamin / Bill, Robert / Christie, Thomas / Pakhomov,
Serquei: "System for automated speech and language analysis (SALSA)", 2142-
2143.

Masuda-Katsuse, Ikuyo: "Pronunciation practice support system for children who
have difficulty correctly pronouncing words", 2144-2145.

Driesen, Joris / Birch, Alexandra / Grimsey, Simon / Safarfashandi, Saeid /
Gauthier, Juliet / Simpson, Matt / Renals, Steve: "Automated production of true-
cased punctuated subtitles for weather and news broadcasts", 2146-2147.

Dong, Minghui / Lee, S. W. / Li, Haizhou / Chan, Paul / Peng, Xuejian / Ehnes,
Jochen Walter / Huang, Dongyan: "I°r speech2singing perfects everyone's
singing", 2148-2149.

Statistical Parametric Speech Synthesis

Henter, Gustav Eje / Merritt, Thomas / Shannon, Matt / Mayo, Catherine / King,
Simon: "Measuring the perceptual effects of modelling assumptions in speech
synthesis using stimuli constructed from repeated natural speech", 1504-1508.

Merritt, Thomas / Raitio, Tuomo / King, Simon: "Investigating source and filter
contributions, and their interaction, to statistical parametric speech synthesis",
1509-1513.

Latorre, Javier / Wan, Vincent / Yanagisawa, Kayoko: "Voice expression
conversion with factorised HMM-TTS models", 1514-1518.

Yanagisawa, Kayoko / Chen, Langzhou / Gales, Mark J. F.: "Noise-robust TTS
speaker adaptation with statistics smoothing", 1519-1523.




Brognaux, Sandrine / Picart, Benjamin / Drugman, Thomas: "Speech synthesis in
various communicative situations: impact of pronunciation variations", 1524-1528.

Cai, Ming-Qi / Ling, Zhen-Hua / Dai, Li-Rong: "Formant-controlled speech
synthesis using hidden trajectory model", 1529-1533.

Voice Activity Detection

Zhang, Xiao-Lei / Wang, DeLiang: "Boosted deep neural networks and multi-
resolution cochleagram features for voice activity detection", 1534-1538.

Prasad, Abhay / Ghosh, Prasanta Kumar / Narayanan, Shrikanth S.: "Selection of
optimal vocal tract regions using real-time magnetic resonance imaging for
robust voice activity detection", 1539-1543.

Ziaei, Ali / Kaushik, Lakshmish / Sangwan, Abhijeet / Hansen, John H. L. / Oard,
Douglas W.: "Speech activity detection for NASA apollo space missions:
challenges and solutions", 1544-1548.

Tu, Ming / Xie, Xiang / Jiao, Yishan: "Towards improving statistical model based
voice activity detection", 1549-1552.

McLoughlin, lan Vince: "The use of low-frequency ultrasound for voice activity
detection", 1553-1557.

Ma, Jeff: "Improving the speech activity detection for the DARPA RATS phase-3
evaluation", 1558-1562.

Disordered Speech

Le, Duc / Provost, Emily Mower: "Modeling pronunciation, rhythm, and intonation
for automatic assessment of speech quality in aphasia rehabilitation", 1563-1567.

Strombergsson, Sofia / Tannander, Christina / Edlund, Jens: "Ranking severity of
speech errors by their phonological impact in context", 1568-1572.

Orozco-Arroyave, J. R. / HOnig, Florian / Arias-Londorio, J. D. / Vargas-Bonilla, J.
F./ Skodda, S./ Rusz, J. / Noth, Elmar: "Automatic detection of parkinson's
disease from words uttered in three different lanquages", 1573-1577.

Lilley, Jason / Nittrouer, Susan / Bunnell, H. Timothy: "Automating an objective
measure of pediatric speech intelligibility", 1578-1582.

Shahin, Mostafa / Ahmed, Beena / McKechnie, Jacqueline / Ballard, Kirrie /
Gutierrez-Osuna, Ricardo: "A comparison of GMM-HMM and DNN-HMM based




pronunciation verification techniques for use in the assessment of childhood
apraxia of speech", 1583-1587.

Berry, Jeff / Kolb, Andrew / North, Cassandra / Johnson, Michael T.: "Acoustic
and kinematic characteristics of vowel production through a virtual vocal tract in
dysarthria", 1588-1592.

Speech and Multimodal Resources

Wand, Michael / Janke, Matthias / Schultz, Tanja: "The EMG-UKA corpus for
electromyographic speech processing", 1593-1597.

Lee, Pei Xuan / Wee, Darren / Toh, Hilary Si Yin / Lim, Boon Pang / Chen, Nancy
F./ Ma, Bin: "A whispered Mandarin corpus for speech technology applications",
1598-1602.

Gretter, Roberto: "Euronews: a multilingual benchmark for ASR and LID", 1603-
1607.

Tsiami, Antigoni / Rodomagoulakis, Isidoros / Giannoulis, Panagiotis /
Katsamanis, Athanasios / Potamianos, Gerasimos / Maragos, Petros: "ATHENA:
a Greek multi-sensory database for home automation control uthor: isidoros
rodomagoulakis (NTUA, Greece)", 1608-1612.

Matassoni, Marco / Astudillo, Ramoén Fernandez / Katsamanis, Athanasios /
Ravanelli, Mirco: "The DIRHA-GRID corpus: baseline and tools for multi-room
distant speech recognition using distributed microphones", 1613-1617.

Henriques, Diogo / Trancoso, Isabel / Mendes, Daniel / Ferreira, Alfredo: "Verbal
description of LEGO blocks", 1618-1622.

Phase Importance in Speech Processing Applications (Special
Session)

Mowlaee, Pejman / Saeidi, Rahim / Stylianou, Yannis: "Phase importance in
speech processing applications", 1623-1627.

Cano, Estefania / Plumbley, Mark / Dittmar, Christian: "Phase-based
harmonic/percussive separation", 1628-1632.

Degottex, Gilles / Obin, Nicolas: "Phase distortion statistics as a representation of
the glottal source: application to the classification of voice qualities", 1633-1637.

Degottex, Gilles / Erro, Daniel: "A measure of phase randomness for the
harmonic model in speech synthesis", 1638-1642.




Jokinen, Emma / Takanen, Marko / Pulakka, Hannu / Alku, Paavo:
"Enhancement of speech intelligibility in near-end noise conditions with phase
modification", 1643-1647.

Shanmugam, S. Aswin / Murthy, Hema: "A hybrid approach to segmentation of
speech using group delay processing and HMM based embedded reestimation",
1648-1652.

Koutsogiannaki, Maria / Simantiraki, Olympia / Degottex, Gilles / Stylianou,
Yannis: "The importance of phase on voice quality assessment", 1653-1657.

Vijayan, Karthika / Kumar, Vinay / Murty, K. Sri Rama: "Feature extraction from
analytic phase of speech signals for speaker verification", 1658-1662.

Sanchez, Jon / Saratxaga, Ibon / Hernaez, Inma / Navas, Eva / Erro, Daniel: "A
cross-vocoder study of speaker independent synthetic speech detection using
phase information", 1663-1667.

Spoken Term Detection and Document Retrieval

Yang, Peng / Leung, Cheung-Chi / Xie, Lei / Ma, Bin / Li, Haizhou: "Intrinsic
spectral analysis based on temporal context features for query-by-example
spoken term detection", 1722-1726.

Hout, Julien van / Mitra, Vikramiit / Lei, Yun / Verqgyri, Dimitra / Graciarena, Martin
/ Mandal, Arindam / Franco, Horacio: "Recent improvements in SRI's keyword
detection system for noisy audio", 1727-1731.

Makino, Mitsuaki / Yamamoto, Naoki / Kai, Atsuhiko: "Utilizing state-level
distance vector representation for improved spoken term detection by text and
spoken queries", 1732-1736.

Pappagari, Raghavendra Reddy / Nayak, Shekhar / Murty, K. Sri Rama:
"Unsupervised spoken word retrieval using Gaussian-bernoulli restricted
boltzmann machines", 1737-1741.

George, Basil / Saxena, Abhijeet / Mantena, Gautam / Prahallad, Kishore /
Yegnanarayana, B.: "Unsupervised query-by-example spoken term detection
using bag of acoustic words and non-segmental dynamic time warping", 1742-
1746.

Li, Jie / Wang, Xiaorui / Xu, Bo: "An empirical study of multilingual and low-
resource spoken term detection using deep neural networks", 1747-1751.

Schulam, Peter / Akbacak, Murat: "Diagnostic techniques for spoken keyword
discovery", 1752-1756.




Kawasaki, Sho / Akiba, Tomovyosi: "Robust retrieval models for false positive
errors in spoken documents", 1757-1761.

Liou, Yuan-ming / Fu, Yi-sheng / Lee, Hung-vi / Lee, Lin-shan: "Semantic
retrieval of personal photos using matrix factorization and two-layer random walk
fusing sparse speech annotations with visual features", 1762-1766.

Gravier, Guillaume / Souviraa-Labastie, Nathan / Campion, Sébastien / Bimbot,
Frédéric: "Audio thumbnails for spoken content without transcription based on a
maximum motif coverage criterion", 1767-1771.

Garcia, Fernando / Sanchis, Emilio / Pla, Ferran: "Semantically based search in
a social speech task", 1772-1776.

Prosody and Paralinguistic Information

Mittal, Vinay Kumar / Yegnanarayana, B.: "Study of changes in glottal vibration
characteristics during laughter", 1777-1781.

Ntalampiras, Stavros / Potamitis, llyas: "On predicting the unpleasantness level
of a sound event", 1782-1785.

Piot, Bilal / Pietquin, Olivier / Geist, Matthieu: "Predicting when to laugh with
structured classification", 1786-1790.

Weiss, Benjamin / Schoenenberg, Katrin: "Conversational structures affecting
auditory likeability", 1791-1795.

Avanzi, Mathieu / Christodoulides, George / Lolive, Damien / Delais-Roussarie,
Elisabeth / Barbot, Nelly: "Towards the adaptation of prosodic models for
expressive text-to-speech synthesis", 1796-1800.

Matsumiya, Sho / Sakti, Sakriani / Neubig, Graham / Toda, Tomoki / Nakamura,
Satoshi: "Data-driven generation of text balloons based on linguistic and acoustic
features of a comics-anime corpus”, 1801-1805.

Tseng, Chiu-yu / Su, Chao-yu: "Learning L2 prosody is more difficult than you
realize — FO characteristics and chunking size of L1 English, TW L2 English and
TW L1 Mandarin", 1806-1810.

Truong, Khiet P. / Trouvain, Jurgen: "Investigating prosodic relations between
initiating and responding laughs", 1811-1815.

Prylipko, Dmytro / Egorow, Olga / Siegert, Ingo / Wendemuth, Andreas:
"Application of image processing methods to filled pauses detection from
spontaneous speech", 1816-1820.




Kakouros, Sofoklis / Rasanen, Okko: "Perception of sentence stress in English
infant directed speech", 1821-1825.

Madzlan, Noor Alhusna / Han, JingGuang / Bonin, Francesca / Campbell, Nick:
"Automatic recognition of attitudes in video blogs — prosodic and visual feature
analysis", 1826-1830.

Katerenchuk, Denys / Brizan, David Guy / Rosenberg, Andrew: "“was that your
mother on the phone?”: classifying interpersonal relationships between dialog
participants with lexical and acoustic properties", 1831-1835.

Features and Robustness in Speaker and Language Recognition

Das, Rohan Kumar / Abhiram, S. / Prasanna, S. R. M. / Ramakrishnan, A. G.:
"Combining source and system information for limited data speaker verification",
1836-1840.

Diez, Mireia / Varona, Amparo / Penagarikano, Mikel / Rodriguez-Fuentes, Luis
Javier / Bordel, German: "New insight into the use of phone log-likelihood ratios
as features for lanquage recognition", 1841-1845.

Ganapathy, Sriram / Han, Kyu / Thomas, Samuel / Omar, Mohamed / Segbroeck,

Maarten Van / Narayanan, Shrikanth S.: "Robust language identification using
convolutional neural network features", 1846-1850.

Yu, Chengzhu / Liu, Gang / Hansen, John H. L.: "Acoustic feature transformation
using UBM-based LDA for speaker recognition", 1851-1854.

Mak, Man-Wai: "SNR-dependent mixture of PLDA for noise robust speaker
verification", 1855-1859.

Sadjadi, Seyed Omid / Pelecanos, Jason / Zhu, Weizhong: "Nearest neighbor
discriminant analysis for robust speaker recognition", 1860-1864.

Topic Spotting and Summarization of Spoken Documents

Liu, Shih-Hung / Chen, Kuan-Yu / Hsieh, Yu-Lun / Chen, Berlin / Wang, Hsin-Min
/ Yen, Hsu-Chun / Hsu, Wen-Lian: "Enhanced language modeling for extractive
speech summarization with sentence relatedness information", 1865-1869.

Morchid, Mohamed / Boualleque, Mohamed / Dufour, Richard / Linarés, Georges
[ Matrouf, Driss / Mori, Renato De: "I-vector based representation of highly
imperfect automatic transcriptions", 1870-1874.

Lai, Catherine / Renals, Steve: "Incorporating lexical and prosodic information at
different levels for meeting summarization", 1875-1879.




Bouallegue, Mohamed / Morchid, Mohamed / Dufour, Richard / Matrouf, Driss /
Linarés, Georges / Mori, Renato De: "Subspace Gaussian mixture models for
dialogues classification", 1880-1884.

Bouallegue, Mohamed / Morchid, Mohamed / Dufour, Richard / Matrouf, Driss /
Linarés, Georges / Mori, Renato De: "Factor analysis based semantic variability
compensation for automatic conversation representation”, 1885-1889.

Bouchekif, Abdessalam / Damnati, Géraldine / Charlet, Delphine: "Speech
cohesion for topic segmentation of spoken contents", 1890-1894.

DNN Learning

Huang, Yan / Yu, Dong / Liu, Chaojun / Gong, Yifan: "A comparative analytic
study on the Gaussian mixture and context dependent deep neural network
hidden Markov models", 1895-1899.

Bacchiani, Michiel / Senior, Andrew / Heigold, Georg: "Asynchronous, online,
GMM-free training of a context dependent acoustic model for speech recognition”,
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Rouvier, Mickael / Favre, Benoit: "Speaker adaptation of DNN-based ASR with i-
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Aneeja, G. / Yegnanarayana, B.: "Speech detection in transient noises", 2356-
2360.
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Shokouhi, Navid / Sadjadi, Seyed Omid / Hansen, John H. L.: "Co-channel
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Navarro: "On the acoustic environment of a neonatal intensive care unit: initial
description, and detection of equipment alarms", 2543-2547.




Language Acquisition

Fox, Robert Allen / Jacewicz, Ewa / Hardjono, Florence: "Non-native perception
of regionally accented speech in a multitalker context", 2548-2552.
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2563-2567.

Wewalaarachchi, Dilu / Singh, Leher: "Influences of tone sandhi on word
recognition in preschool children", 2568-2571.

Goh, Hwee Hwee / Hu, Charlene / Yeo, Kheng Hui / Singh, Leher: "Lexical
representation of consonant, vowels and tones in early childhood", 2572-2574.
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Orosanu, Luiza / Jouvet, Denis: "Hybrid language models for speech
transcription", 2610-2614.
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biosignal processing", 2650-2654.

Harwath, David / Glass, James R.: "Speech recognition without a lexicon —
bridging the gap between graphemic and phonetic systems", 2655-2659.

Speech Enhancement (Single- and Multi-Channel) 1, 2
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Mani, Senthil Kumar / Dhiman, Jitendra Kumar / Murty, K. Sri Rama: "Novel
speech duration modifier for packet based communication system", 2680-2684.
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